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Determination of Instants of Significant Excitation
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Abstract—This letter proposes a time-effective method for
determining the instants of significant excitation in speech signals.
The instants of significant excitation correspond to the instants of
glottal closure (epochs) in the case of voiced speech, and to some
random excitations like onset of burst in the case of nonvoiced
speech. The proposed method consists of two phases: the first
phase determines the approximate epoch locations using the
Hilbert envelope of the linear prediction residual of the speech
signal. The second phase determines the accurate locations of the
instants of significant excitation by computing the group delay
around the approximate epoch locations derived from the first
phase. The accuracy in determining the instants of significant
excitation and the time complexity of the proposed method is
compared with the group delay based approach.
Index Terms—Group delay function, Hilbert envelope, instants
of significant excitation, linear prediction residual.

I. INTRODUCTION
OICED speech is produced as a result of excitation of the
vocal tract system by a quasiperiodic sequence of glottal
pulses. The major excitation of the vocal tract system within a
pitch period takes place at the instant of glottal closure (GC) [1].
These instants are termed as instants of significant excitation
(epochs) and can be automatically determined from a speech
signal using the negative derivative of the unwrapped phase
(group delay) function of the short-time Fourier transform of
the signal [2], [3]. Though group delay based approach provides
the accurate epoch locations, the approach is computationally
intensive. In this letter, we propose a time-effective approach
to determine the instants of significant excitation using Hilbert
envelope (HE) of the linear prediction (LP) residual and group
delay function.
Many of the speech analysis techniques depend on the accurate estimation of the instant of GC within a pitch period. For
example, if such instances are known, the closed glottis region
can be identified, and the vocal tract parameters such as formants may be derived accurately by confining the analysis to
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only those regions [4]. It is also possible to determine the characteristics of the voice source by careful analysis of the signal
with the help of GC instants [1]. For some of the real-time applications such as text-to-speech (TTS) synthesis, voice conversion, and varying speech rate, we need to compute the information about the instants of significant excitation at a faster rate
and use it for the specific applications [5]–[7]. For instance, in
the TTS application, it is necessary to modify the durations and
pitch contours of the basic units and words in order to incorporate the suprasegmental knowledge of an utterance containing a
sequence of basic units [8].
The approximate locations of the instants of significant excitation can be derived by exploiting the unipolar nature of HE [9].
The strength of excitation in voiced speech is high around the
GC instant. The impulse-like excitation results in large error in
the LP residual around the GC instant. The region around the GC
instant corresponds to the high energy portion of the excitation
within a pitch period. However, it is difficult to determine the location of the GC instant due to bipolar fluctuations of the amplitudes of the residual samples around the instant of GC. Ideally,
it is desirable to derive an impulse-like signal at the GC instant.
A close approximation to this is possible by using the HE of the
LP residual [1]. The accurate instants can be further determined
by computing the group delay for the samples around the approximate locations given by HE of the LP residual, hence the
motivation for the work.
In this letter, we present a method for determining the instants
of significant excitation using the properties of HE and group
delay function. In Section II, we discuss the method based on
group delay function to compute the instants of significant excitation in speech. The proposed method to determine the instants of significant excitation is described in Section III. In
Section IV, the accuracy in determining the locations of the
epochs and time complexity of the proposed method is evaluated
against the group delay based approach. In Section V, summary
and possible extensions of the work are given.
II. GROUP DELAY BASED METHOD FOR DETERMINING
THE INSTANTS OF SIGNIFICANT EXCITATION
The method is based on the global phase characteristics of
minimum phase signals [2], [3]. Since the average group delay
of a minimum phase system is zero, the average slope of the
phase spectrum of the impulse response of the system corresponds to the location of the excitation impulse within the analysis frame [2]. The speech signal need not be a minimum phase
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Fig. 2. (a) Segment of voiced speech, (b) LP residual, (c) Hilbert transform of
the LP residual, and (d) HE of the LP residual.
Fig. 1. (a) Segment of voiced speech, (b) LP residual, (c) phase slope function,
and (d) instants of significant excitation.

signal always, whereas LP residual signal will be a minimum
phase signal [2]. Hence, it is preferable to compute the group
delay function from the LP residual signal. The residual signal
is also preferable because some characteristics of the glottal
source can be seen better in the residual error signal than in
the speech signal. The residual signal is derived by inverse filtering the speech signal, and the inverse filter is obtained using
LP analysis. LP analysis is performed using 10th order, with a
frame size of 20 ms and frame shift of 10 ms. The instants of
significant excitation can be derived from the LP residual signal
as follows: Around each sample, a 10-ms segment of the LP
residual signal is considered, and the group delay function
is computed using [9]

shift. The computational complexity can be reduced by computing the group delay only for few samples around the instants
of GC. This is achieved by first detecting the approximate
locations of the GC instants. The peaks in the HE of the linear
prediction residual indicate the approximate locations of the
GC instants [1], [10]. Even though the real and imaginary parts
of an analytic signal (related through the Hilbert transform)
have positive and negative samples, the HE of the signal is a
positive function, giving the envelope of the signal [9]. Thus,
the properties of HE can be exploited to derive the impulse-like
of the LP
characteristics of the GC events. The HE
is defined as follows [9]:
residual

where

is the Hilbert transform of

and is given by [1]

where
where
and
are the Fourier transforms of the windowed residual signal
and
, respectively. The group delay function is smoothed
using a three-point median filter to remove any discontinuities
in the group delay function. The negative of the average of the
smoothed group delay function is called phase slope [2]. The
phase slope value is computed at each sampling instant to obtain the phase slope function. If the instant of significant excitation within a frame is at the midpoint of the frame, then the
phase slope is zero. Therefore, the positive zero-crossings of
the phase slope function correspond to the instants of significant excitation. Fig. 1 shows a segment of voiced speech, the
LP residual, the phase slope function, and the instants of significant excitation.
III. PROPOSED METHOD FOR DETERMINING
THE INSTANTS OF SIGNIFICANT EXCITATION
Determining the instants of significant excitation using
the group delay based method is a computationally intensive
process, since the group delay is computed for every sample

Here IDFT denotes the inverse discrete Fourier transform, and
is the discrete Fourier transform of
. Fig. 2 shows a
segment of voiced speech, its LP residual, Hilbert transform,
and the HE. The major peaks in the HE indicate approximate
locations of epochs. The evidence of GC instants is obtained
by convolving the HE with a Gabor filter (modulated Gaussian
,
pulse) given by
where defines the spatial spread of the Gaussian, is the
frequency of modulating sinusoid, is the time index varying
is the length of the filter [11]. The Gabor
from 1 to , and
filter used in this study is shown in Fig. 3. The Hilbert envelope
of the LP residual is convolved with the Gabor filter shown in
Fig. 3 to obtain the plot of evidence shown in Fig. 4, which is
termed as GC Evidence Plot in Fig. 4(c). In the GC evidence
plot, the instants of positive zero-crossings correspond to approximate locations of the instants of significant excitation. To
determine the accurate locations of the GC instants, the phase
slope function is computed for the residual samples around the
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TABLE I
STEPS FOR AUTOMATIC DETECTION OF THE INSTANTS OF SIGNIFICANT
EXCITATION USING HE OF LP RESIDUAL AND GROUP DELAY FUNCTION

Fig. 3. Gabor window for  = 10, ! = 0:1175, and N = 80.

TABLE II
NUMBER OF INSTANTS DERIVED USING THE PROPOSED
METHOD FOR DIFFERENT WINDOW SIZES

Fig. 4. (a) Segment of voiced speech, (b) HE of the LP residual, (c) GC instant
evidence plot, (d) approximate GC instant locations, (e) phase slope function,
and (f) accurate locations of the instants of significant excitation.

approximate GC instant locations. The positive zero-crossings
of the phase slope function correspond to accurate locations of
the instants of significant excitation. Fig. 4 shows a segment of
voiced speech, the HE of the LP residual of a speech segment,
the GC instant evidence plot, approximate locations of GC
instants, phase slope function, and the locations of the instants
of significant excitation. The proposed method is summarized
in Table I.
IV. EVALUATION OF THE PROPOSED METHOD
The computational efficiency of the proposed method depends on the number of approximate epoch locations derived
from the HE of the LP residual and the number of samples
considered around each GC instant. For evaluating the performance of the proposed method, 100 speech utterances, each of
duration of 3 s, are considered. Among the utterances, 50 are
uttered by male speakers and 50 are uttered by female speakers.
For each utterance, the instants of significant excitation are
computed by the proposed method using different window sizes
(number of samples around the approximate instant location).
The epochs determined by the standard group delay method
are used as reference epochs [2]. Table II shows the number of
instant locations derived by the proposed method for different

window sizes. The total number of instants derived from the
utterances of male speakers and female speakers are 12 385 and
20 113, respectively, by using the group delay method. The total
number of approximate instant locations from the utterances
of male speakers and female speakers, using the HE of the LP
residual, is 12 867 and 20 926, respectively. The analysis shows
that with a window size of 2 ms, about 97% of the GC instants
are detected accurately for male speakers, and for female
speakers, about 98% of the GC instants are detected accurately
(see Table II). For instance, time complexity analysis in the
case of male speakers indicates that for a window size of 2
ms, the proposed method determines the instants of significant
excitation approximately in one fourth of the time compared to
the group delay method (assuming that the average pitch period
for male speakers is 8 ms). It is observed that when the size
of the window is small, the computational efficiency is high,
but at the same time, some of the epochs will be missing. As
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samples around the approximate instant locations. The effect
of the number of samples (window size) considered for group
delay analysis in deriving the accurate locations of the instants
of significant excitation is analyzed. The amount of deviation
present in the approximate instant locations derived by HE of
the LP residual is also discussed. Since we have a time-effective method for computing the instants of significant excitation,
the effectiveness of the same may be verified in application like
prosody modification for TTS synthesis and voice conversion.
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